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Abstract: To the best of my knowledge, the concept of the Fast Euclidean Direction Search (FEDS) for the wireless communication 

systems has not been fully exploited and only a few researchers who are working on this topic. This paper deals with study and 

analysis overall FEDS approach performance and try to find its optimal window length (L) for adaptive beam forming applications.  

The channel used is a Rayleigh fading model with Jake's power spectral density, which is a popular choice for wireless 

communications systems. This channel model has Doppler frequency and the user's mobility parameters. The current investigation 

may be extended to include other adaptive algorithms such as Least Mean Square (LMS), Normalized LMS (NLMS), and Recursive 

Least Square (RLS) algorithms. Performance enhancement of FEDS approach can be obtained when the optimum window length (L) 

is a carefully selected and its value is related to or depends on the number of array elements (M) whether the channel is AWGN or 

Rayleigh fading models. 
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1. INTRODUCTION 

Adaptive Beam forming is an intelligent technique 

that consists of an array of multi-element antennas. These 

multi-element antennas try to direct main beams towards 

each user in the wireless communications system and 

achieve maximum reception in a specified direction by 

estimating the arrival of the signal from the desired 

direction while rejecting signals from other directions. 

The Euclidean Direction Search algorithm (EDS) is a least 

squares algorithm that was applied to different adaptive 

systems applications [ 1,2]. Both EDS and RLS 

algorithms have a fast and comparable convergence rate, 

and small miss-adjustment compared to the traditional 

Least Means Squares (LMS) and Normalized LMS 

(NLMS) algorithms [3,4]. However, EDS and RLS have a 

disadvantage which was suffering from high 

computational complexity. In order to overcome the 

disadvantage of EDS, a new algorithm was developed and 

was called Fast EDS (FEDS). This developed algorithm 

has a convergence rate slower than the EDS, but much 

faster than the LMS algorithm [5] and it was applied 

successfully for different adaptive filtering applications 

[6,7]. To the best of the author’s knowledge, adaptive 

beam forming system based on the FEDS approach is 

very little available in the literature [1-10]. In our 

previously published papers [8-9] , the FEDS algorithm 

was applied in smart antennas for mobile communications 

using the AWGN channel and it concluded that the 

convergence rate of the FEDS is faster than LMS , and the 

same as the NLMS algorithms. Moreover, it was shown 

that the FEDS algorithm has better tracking and 

estimation capability of the input desired signal compared 

with LMS and NLMS algorithms, and comparable with 

the RLS algorithm [8-9]. 

The aim of this paper is to investigate the 

effectiveness of the described FEDS algorithm in the 

wireless communication systems and analyze its 

performance over a Rayleigh fading channel with Jake's 

power spectral density. This channel model has Doppler 

frequency and the user's mobility parameters. It also 

provides a complete comparison between the described 

FEDS algorithm and other aforementioned classical 

algorithms ( LMS , NLMS ,and RLS). Afterward, an 

optimal window length (L) for FEDS was tried to find. 

2. BACKGROUND ON LMS, NLMS , AND RLS 

ALGORITHMS  

The adaptive beam forming algorithm system can be 
drawn as in Figure 1 [ 11]. This figure shows that the 

http://dx.doi.org/10.12785/ijcds/080408 
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weight vector or array weights �̅�(𝑘)must be varied to 
minimize the error signal (ε(k)), where k is the time index. 

 
 

Figure  1. Adaptive beam forming system [11] 

 

For the LMS algorithm, the array output can be 

written as:- 

 

𝑦(𝑘) =  �̅�(𝑘)𝐻 . �̅�(𝑘                                                 (1)  

 

Where    

�̅�(𝑘)   =  �̅�0𝑠(𝑘) + [�̅�1�̅�2  … . �̅�𝑁] . [

𝑖1(𝑘)
𝑖2(𝑘)

⋮
𝑖𝑁(𝑘)

] + �̅�(𝑘)

   

=  �̅�𝑠(𝑘) + �̅�𝑖(𝑘) + �̅�(𝑘) 

With 

�̅� = [𝑤1𝑤2  … . 𝑤𝑀]𝑇 is array weights vector, and     

�̅�(𝑘) = [𝑥1𝑥2  … . 𝑥𝑀]𝑇is input signalvector 

�̅�𝑠(𝑘)  is desired signal vector 

𝑖1(𝑘), 𝑖2(𝑘), … … . , 𝑖𝑁(𝑘) are interfering signals. 

�̅�𝑖(𝑘)Is interfering signal vector 

�̅�(𝑘)  is Gaussian noise with zero mean for each 

channel. 

𝑎�̅�is M-element array Steering vector. 

휀(𝑘) is error signal such that:   

휀(𝑘) = 𝑑(𝑘) − �̅�𝐻(𝑘)�̅�(𝑘)                                (2) 

  

For the LMS algorithm,the updating weight vector is 

[10]: 

 

�̅�(𝑘 + 1) = �̅�(𝑘) + 𝜇 휀(𝑘)�̅�(𝑘)                 (3) 

 

The stability of the LMS algorithm is guaranteed if the 

step size parameter ( 𝜇)  has the following bound 

condition : 

 

0 ≤ 𝜇 ≤
1

2𝜆𝑚𝑎𝑥
                   (4) 

 

Where 𝜆𝑚𝑎𝑥   is the maximum eigenvalue of the input 

correlation matrix estimation �̂�𝑥𝑥  , which can be 

instantaneous estimates as:- 

 

�̂�𝑥𝑥(𝑘)  ≈  �̅�(𝑘)�̅�𝐻(𝑘)                                              (5) 

The condition mentioned in Eq.(4) can be 

approximated as:- 

0 ≤ 𝜇 ≤
1

2𝑡𝑟𝑎𝑐[�̂�𝑥𝑥]
(6) 

 

The updating weight vector of NLMS can be updated 

by [10]:- 

 

�̅�(𝑘 + 1) = �̅�(𝑘) +
µ0

‖�̅�(𝑘)‖2  휀(𝑘)�̅�(𝑘)                 (7) 

 

Where µ0 is a small positive constant. Recursive least 

squares (RLS) is an adaptive algorithm that is based on 

the least squares method which tries to minimize 

a weighted linear least squares cost function . Initialize the 

weight vector and the inverse correlation matrix  R̂xx
−1. The 

constants forgetting factor λ and regularization δ 

parameters are set by the user. The forgetting factor is 

roughly a measure of the memory of the algorithm; its 

value should be less than unity. And the regularization 

parameter’s value is determined by the signal‐ to‐ noise 

ratio (SNR) of the signals.[12]. Initialize the weight vector 

and the inverse correlation matrix  R̂xx
−1. 

 

�̅�𝐻(0) =  0̅                                                                 (8)  

 

R̂xx
−1(0) =  𝛿−1𝐼 ̅                                                          (9) 

 

The vector π is used to compute the gain vector�̅� (also 

known as the search direction at iteration k ) .For each 

instance of time k = 1, 2, 3 …, 

 

𝜋(𝑘 + 1) =  R̂xx
−1(𝑘)�̅�(𝑘)                                         (10) 

 

�̅�(𝑘) =  
𝜋(𝑘)

𝜆+�̅�𝐻(𝑘)𝜋(𝑘) 
                                                (11) 

 

Update the weights: 

 

�̅�(𝑘 + 1) = �̅�(𝑘) +  휀(𝑘)�̅�(𝑘)                             (12) 

 

Given an initial estimate of  �̅�(𝑘)  and the search 

direction �̅�(𝑘) , the process of minimizing the next 

objective function is called line direction. 

Then, the inverse correlation matrix is recalculated, 

and the training resumes with the new input values. 

 

R̂xx
−1(𝑘 + 1) = 𝜆−1R̂xx

−1(𝑘) − 𝜆−1�̅�(𝑘)�̅�𝐻(𝑘)R̂xx
−1(𝑘) 

                                                                                 (13) 

3. FEDS APPROACH FOR ADAPTIVE BEAMFORMING  

FEDS approach is a simplified or partial RLS 
algorithm [6,7]. It combines the benefits of fast 
convergence of the RLS algorithm and low computational 
complexity of the LMS algorithm. FEDS approach 
updated the weight vector in a sequential way. FEDS 

https://en.wikipedia.org/wiki/Adaptive_filter
https://en.wikipedia.org/wiki/Weighted_least_squares
https://en.wikipedia.org/wiki/Loss_function
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approach used block exponential weighted least squares 
form instead of conventional exponentially one. The 
length of this block or window length is denoted by L, 
such that the weights will decrease exponentially with 
every block (L) of data. The error signal (Eq. (2)) can be 
re-written as: 

 

휀(𝑘) = 𝑑(𝑘) − ∑ 𝑤𝑖(𝑘)𝑥𝑖(𝑘)𝑀
𝑖=1                            (14) 

 
Assuming the samples k-L, k-L+1, k-L+2 …... k, 

where L>M, and L is a window (block) length (number of 
samples) as mentioned above. Equation (14) can be 
written in a vector form as  

 

휀(̅𝑘) =  �̅�(𝑘) − �̅�(𝑘)�̅�(𝑘)                (15) 
 
Where �̅�(𝑘) = [�̅�1(𝑘), �̅�2(𝑘) … . �̅�𝑀(𝑘)]               (16) 
 
The column vector of �̅�(𝑘) are as follows:- 
 
�̅�𝑗(𝑘) = [𝑥𝑗(𝑘), 𝑥𝑗(𝑘 − 1) … 𝑥𝑗(𝑘 − 𝐿 + 1)]𝑇      (17) 

 
Also, the desired signal vector samples are: 
 

�̅�(𝑘) = [𝑑(𝑘), 𝑑(𝑘 − 1), 𝑑(𝑘 − 2) …  𝑑(𝑘 − 𝐿 + 1)]𝑇 
                                                                                 (18) 
 
Furthermore, we can define the error signal vector 

휀(̅𝑘)in the same way. The prior approximation error  휀0̅   
at time k is given by: 

 

휀0̅(𝑘) =  �̅�(𝑘) − �̅�(𝑘 − 1)�̅�(𝑘 − 1)               (19) 
 
Only one weight in past updating weight vector has a 

new error signal as [6]: 
 
ε̅1(k) =

 d̅(k) − [X̅(k)w̅(k − 1) + X̅(k)w̅j0(k)
update(k)F̅j0(k)        (20)  

 
The index of the weight to be updated in the zero'th 

iteration at time k is  j0(k) and F̅j0(k) is M x 1 vector with 

1 in position j and 0 in all other positions. Then, the 
updated weight  w̅j0(k)(k) is given by: 

 

�̅�𝑗0(𝑘)(𝑘) = �̅�𝑗0(𝑘)(𝑘 − 1) + �̅�𝑗0(𝑘)
𝑢𝑝𝑑𝑎𝑡𝑒(𝑘)              (21) 

 

Where �̅�𝑗0(𝑘)
𝑢𝑝𝑑𝑎𝑡𝑒(𝑘)is given as: 

 

�̅�𝑗0(𝑘)
𝑢𝑝𝑑𝑎𝑡𝑒(𝑘) =  

<�̅�0(𝑘)�̅�𝑗0(𝑘)(𝑘)>

‖�̅�𝑗0(𝑘)(𝑘)‖
2                 (22) 

Where <. . > is the inner product of two vectors. Thus, 
the update array weight vector: 

 

�̅�𝑜(𝑘) =  �̅�(𝑘 − 1) + �̅�𝑗0(𝑘)
𝑢𝑝𝑑𝑎𝑡𝑒(𝑘)�̅�𝑗0(𝑘)              (23) 

 Then a new parameter called the step size µFEDS  will 
be inserted to possess stability and convergence rate of the 
FEDS algorithm as follows: 

 

w̅o(k) =  w̅(k − 1) + µFEDSw̅j0(k)
update(k)F̅j0(k)       (24) 

 
Then substituting Eq.(24) into Eq.(20) , we get:- 
 

ε̅1(k) =  d̅(k) − X̅(k)w̅o(k)                                   (25) 
 
Filter coefficient update equations updating only one 

element of the filter vector at a time. At each time instant, 
k , we can perform one or more such updates. The number 
of such single coefficient updates performed at each time 
instant is denoted by P . only one element of �̅�𝑜 is to be 
updated at a time, where Pis the number of updates to 
perform at each sample time [10] . The FEDS algorithm 
was formulated [1] as a simplified conjugate gradient 
adaptive filter in which the search directions were 
restricted to the Euclidian directions. FEDS approach can 
find better estimation weights vector in the duration of 
each direction by starting with an initial estimate value of 
weight vector and then using linearly independent 
Euclidean direction set, such that FEDS approach 
performs one Euclidean direct search for every iteration. 
FEDS approach has better performance than traditional 
LMS and NLMS algorithms, but comparable to the RLS, 
due to the FEDS approach is regarded as partial or 
alternative of full RLS [6,7]. 

4. THE JAKES FADING MODEL 

Jacked model is fading radio channels that can be 
simulated by approximate the Rayleigh fading process by 
a sum of a set of N0-complex sinusoids. This model was 
proposed by William Jakes of Bell laboratories [13] .  

This model can be simulated using MATLAB built- in 
function called jakes_ralfunc(fm; fc; M; N0; index), where 
fm is the maximum Doppler frequency of the channel; fs 
is the sampling rate of the fading process ; M is the 
number of samples of the fading process ; N0 is the 
number of complex-sinusoids in the Jakes Model. The 
maximum Doppler frequency fm is related to the 
maximum vehicle speed vm by fm = vmfc/c, where, fc is 
the RF carrier frequency and c is the speed of light [ 13]. 
Figure 2 shows the envelope that results of simulating 
Jakes fading model with N0 =10,  v = 140 kmph, the 
central carrier frequency fc = 900 MHz, the symbol 
frequency fs =500 kbps, and M = 1000000 . 
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Figure2.Simulation of Jakes fading model with v = 140 km/h 
 

5. SIMULATION RESULTS 

This section aims to develop a suitable simulation 
model for assessing the performance of the FEDS 
algorithm which employs an array antenna as shown in 
Figure 1 . The following condition parameters are used in 
this simulation:- 

 A linear array consisting of M= 8 isotropic 

elements with d=0.5λ element spacing. 

 All signals used for both the desired and 

interfering signals undergo independent Rayleigh 

fading. 

 Desired AOA of θ0 =  00  and two interfering 

signals, i1 and i2 with two AOA's, θ1 =  300,  θ2 =
 −300  

 Input signal S(k)=sin(2πft(k)) with f=  1/T=900 

MHZ  and the desired signal d(k)=S(k). 

 Zero mean Gaussian noise with variance 

 σn
2 = 0. 001is added to the input signal for each 

element in the array. 

 The Signal to Noise Ratio (SNR) and Signal to 

Interference Ratio (SIR) are set at 30 dB and 10 

dB respectively.  

 The step size of LMS is set according to  (4) and 

(6). 

 Initial step size parameter µ0 =1 , λ =0.9 for RLS. 

 Rayleigh fading channel with Jake’s power 

spectral density corresponding to the mobility of 

140 km/h at 900 MHz and a Doppler frequency 

of 117 Hz, as shown in Figure 2 is used. 

 All weight vectors are initially set to zero. 

 

 

 

 

 

 

 

 
 

A. The Effect of setting the number of iterations (k) 

Figure 3 and 4  show the performance of the FEDS 
algorithm in terms of an array output signal and squared 
error respectively when using a different number of 
iterations ( i.e. k =100,150,200, and 300). Given that the 
desired input signal as mentioned above was 
S(k)=sin(2πft(k)). It is clear that better output array 
signal estimation was achieved for k=200 iterations and it 
degrades when using a small number of iterations which 
is the case that most properly faced in the mobile 
communications due to the requirements of fast-moving 
targets. The array output departs from the desired signal 
when the number of samples becomes larger than or 
smaller than 200 iterations because of several reasons. 
The most important reasons are that a large number of 
samples ( k=300) causes an increase of the misadjustment 
at steady state ( called excess error), and the small number 
of samples ( k= 150 or 100 samples) is not enough to 
estimate the desired signal. These reasons affected the 
number of the Euclidean directions needed by the FEDS 
approach to decrease of the cost function. 

Figure 4 shows a squared error signal for different sets 
of iterations for the FEDS approach. It is obvious that 
when the number of iterations was set to 200, the FEDS 
approach gives better performance in terms of 
convergence rate ( 20 iterations) .Therefore, the number 
of iterations ( k) used in all cases was set to k=200. 

 

 
 

Figure  3.  Array output and desired signals for different sets of iterations 

(k); a) k=100 , b) k=150 , c) k=200 , and d) k=300 iterations. 
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Figure  4. Error squared for the FEDS algorithm for different sets of 

iterations 

 

B. Overall Performance of FEDS 

Figure 5 shows the squared error for all algorithms. As 
shown in this figure, the RLS algorithm starts to converge 
from the initial iteration. Also, the results show that the 
FEDS algorithm has better or performance enhancement 
compared to both LMS and NLMS in terms of fast 
convergence and a small level of misadjustment. Each 
algorithm has the following convergence rate; 70, 30 and 
20 iterations for LMS, NLMS, and the FEDS algorithm 
respectively.Figure 6 shows the magnitude estimation of 
the weight vector for all algorithms.  As shown in these 
figures, the performance of the FEDS is better than the 
LMS and NLMS algorithms and comparable with the 
RLS algorithm. 

 
 

Figure   5.  Error squared for all algorithms 

C. The Effect of window lengths L on FEDS performance 

In this section, the FEDS algorithm is evaluated for 

different window lengths (L) and compared with other 

traditional adaptive algorithms (LMS, NLMS , and RLS) 

 

The Desired Angle of Arrival (AOA) of 00 and two 

interfering signals with AOAs, 300 and -300 

respectively. The Mean Square Deviation (MSD) of the 

weights and the Mean Square Error (MSE) are computed 

for 100 average ensembles run for every 200 iterations. 

The Rayleigh Envelope that results for user mobility of v 

= 100 km/h is shown in Figure 7. 

.

 

 
 
Figure   6.  Magnitude estimation of the weight vector for all algorithms 

 

Figure 8 shows the radiation pattern for the different 

window length (L) of the FEDS algorithm. As shown in 

this figure, the FEDS10 ( i.e. FEDS used L=10) has 

better interference suppression capability at interference 

angles 30
0
 and -30

0
 compared with the others. 

 
 

Figure  7.  Simulation of Jakes fading model with v = 100 km/h 

 

The radiation pattern for FEDSS06 and FEDS20(i.e. 

FEDS used L=6, and L=20 respectively) has deviated and 

lost symmetry property compared to other algorithms 

which kept having symmetry property, like FEDS8 , 

FEDS10, FEDS12, LMS , NLMS , and RLS . This 

deviation caused because the window length (L=6 or 

L=20) affected the number of the Euclidean directions 
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needed by a FEDS approach to decrease the cost function. 

Moreover, the interference suppression capability of both 

FEDS06 and FEDS20 are in a minimum state. Table 1 

shown later, illustrates the suppression capability of 

interference for all algorithms. 

Figure 9 presents the Mean Square Deviation (MSD) 

plot for this case and as shown the FEDS10 has better 

minimum MSD performance compared with the other 

block size of the FEDS algorithms. Figure 10 shows the 

Mean Square Error (MSE) learning curve for different 

block sizes of FEDS algorithm which shows that the 

FEDS10 has a minimum MSE performance compared 

with others. We can conclude that the optimum window 

length (L) for an array consists of 8 elements and using a 

Rayleigh fading channel equal to ten which is a similar 

value obtained in our previous paper [9] when we used 

AWGN channel. 

Figure 11 shows the radiation pattern for FEDS10, 

LMS, NLMS, and RLS algorithms. As shown in this 

figure the interference suppression capability of FEDS10 

is comparable with the RLS algorithm and both are better 

compared with NLMS and LMS algorithms respectively. 

Table 1 shows the amount of interference suppression 

performance for all algorithms. 

 
 

Figure 8 .Radiation patterns for window length (L) of the FEDS 

algorithm 

 
 

Figure 9. MSD plot for different window length (L) of FEDS 

algorithm 

 
 

Figure 10. MSE learning curve for window length (L) of FEDS 

algorithm 

 

 
Figure 11.Radiation patterns for all  algorithms 

 

 
TABLE. 1 INTERFERENCE SUPPRESSION CAPABILITY FOR 

ALL ALGORITHMS 

Algorithm 300 -300 

FEDS06 Deviated Deviated 

FEDS08 -20 dB -20 dB 

FEDS10 -22 dB -25 dB 

FEDS12 -21 dB -24 dB 

FEDS20 Deviated Deviated 

RLS -21.5 dB -24.5 dB 

NLMS -21 dB -21 dB 

LMS -20.5 dB - 19.5 dB 

 

Figures 12 and 13 shows the MSD and MSE learning 

curve plots for this case, and as shown that the RLS 

algorithm outperforms performance in terms of minimum 

MSD and MSE in a steady-state than others. In addition, 

both RLS and FEDS10 have a faster convergence rate 

compared with both LMS and NLMS algorithms 

respectively. From the above results, we can observe that 

the best window length parameter (L) is ten and the 

FEDS's performance starts to decrease when the window 

length parameter (L) has another value.  
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Figure 12 MSD plot for all algorithms 

 
Figure 13 MSE learning curves plot for all algorithms 

6. CONCLUSION  

This paper study and reported the overall performance 
analyses of an adaptive beam forming a FEDS approach 
and tried to find its optimal window length (L) over the 
Rayleigh fading model. From the obtained results, we 
observed that the FEDS approach has better performance 
than classical algorithms, except the RLS algorithm, in 
terms of convergence rate, weight estimations, and 
fluctuation rate. Both RLS and FEDS approach generates 
null towards the undesired signals and both have the main 
beam pointed towards the desired location. Moreover, the 
side lobe array levels of the FEDS approach are lower 
than the RLS algorithm. The best value for the window 
length (L) of the FEDS approach should be slightly higher 
(L= M+2) than the number of array elements (M) in order 
to achieve good performance than classical algorithms, in 
terms of MSE, MSD, and undesired signal cancellation 
but comparable with the RLS algorithm. Optimum 
window length (L) is related to or depends on the number 
of array elements (M), such that L=M+2, whether the 
channel is AWGN or Rayleigh fading model. Moreover, 
the symmetry property of the radiation pattern for a FEDS 
approach is very sensitive to the window length (L). 

 
 

 

 

 

REFERENCES 

[1] Mathurasai, T., Bose, T., Etter, D.M. : Decision Feedback 

Equalization Using an Euclidean Direction Based Adaptive 
Algorithm ; In IEEE proceeding of Signals, Systems, and 

Computers;24-27 October 1999; Pacific Grove, CA, USA, USA:   

Volume: 1 , p.519-524. 

[2] Cheng Zhao, and Abeysekera, S.S. : Investigation of Euclidean 

Direction Search Based Laguerre Adaptive Filter for System 

Identification :In IEEE International Conference on 
Communications, Circuits and Systems ;  27-30 May 2005;  Hong 

Kong, China, China : IEEE ; p.691-696.  

[3] Xie, B. Partial Update Adaptive Filtering [thesis]. Virginia 
Polytechnic Institute and State University, Virginia, December 

2011. 

[4] Guo-Fang Xu and Tamal Bose : Analysis of the Euclidean 

Direction Set Adaptive Algorithm: In Proceedings of the IEEE 

International Conference on Acoustics, Speech and Signal 
Processing; 15-15 May 1998; Seattle, WA, USA, USA : IEEE ; 

vol.3 p. 1689 – 1692. 

[5] Zhang, Z., Bose, T., and Gunther, J. : Optimal Order EDS and 
FEDS Algorithms: In IEEE Thirty-Eighth Asilomar Conference on 

Signals, Systems and Computers ; 7-10 Nov. 2004; Pacific Grove, 

CA, USA, USA: IEEE ; p.1559-1564. 

[6] Seyed A. Hosseini , Sayed A. Hadei , Mohammad B. Menhaj and 

Paeiz Azami :  Fast Euclidean Direction Search Algorithm: 

Adaptive Noise Cancellation and System Identification: In 
International Journal of Innovative Computing , Information and 

Control , 2013 ;  9(1) 191-206 .  

[7] Sayed. A. Hadei, and M. lotfizad: A Family of Adaptive Filter 
Algorithms in Noise Cancellation for Speech Enhancement; In 

International Journal of Computer and Electrical Engineering; 2010 

; 307-315 . 

[8] J.M.Th., and Mansoor B. : Application of Fast Euclidean Direction 

Search (FEDS) method For Smart Antennas in Mobile 

Communications Systems. In Intelligent Signal Processing (ISP) 
Conference, 2 - 3 December 2013 ; Strand Palace Hotel, London, 

UK, 2013. 

[9] J.M.Th. : Performance Evaluation of the Fast Euclidean Direction 
Search Algorithm for Adaptive Beam forming Applications . In Al 

Sadiq International Conference on Multidisciplinary In Information 

and Communication Technologies 2016 AIC -MITC 2016 ; IEEE 
Iraq Section ; 9-10 May 2016, Baghdad. Iraq. 

[10] M. Shams Esfand Abadi, John H. Husøy, and A. Mahlooji Far  

'Interpretation and Convergence Analysis of Two Recently 
Introduced Adaptive Filter Algorithms (FEDS/RAMP), in Iranian 

Journal of Electrical and Computer Engineering, Vol. 7, No. 1, 

Winter-Spring 2008. 

[11] Gross, F. B. Smart Antenna for Wireless Communication. Graw-

Hill, Inc, USA, 2005 

[12] Joseph G. Petrone ‘Adaptive Filter Architectures For FPGA 
Implementation’, Florida State University,2004. 

[13] V. A. Silva, T. Abrao, and P. J. E. Jeszensky: Statistically correct 

simulation models for the generation of multiple uncorrelated 
Rayleigh fading waveforms. In IEEE Eighth International 

Symposium on Spread Spectrum Techniques and Applications, 

Sydney, Aug. 30 -Sep. 2, 2004 . p. 472_476.. 

 

 

 



 

 

404  Thamer M. Jamel: Optimal Window Length and Performance Analysis … 

 

 

http://journals.uob.edu.bh 

 Thamer M. Jamel graduated from the 

University of Technology with a 

Bachelor's degree in electronics 

engineering. He received a Master's 

degree in digital communications, 

engineering and a Doctoral degree in 

communication engineering in 1997. 

His scientific degree is an associate 

professor since 2009 and currently, he 

is one of the staff of the communication 

engineering department at University of Technology, Baghdad, 

Iraq. His Research Interests are Adaptive Digital Signal 

Processing (Algorithms and Applications) for Communications 

System.  

 

 

 

 


